MEGAsys-Series VP-8LV/ALV

CEEnpail Modem Control Card
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. FEJHE: Rev. 2.1 of PCI bus specification

- MEJRHEEE: et 33 MHz

. FLHRCHEHE: 256 KB dual port static memory

- Address and interrupts configured automatically by PnP BIOS or PnP OS
. #BEF ID: AR SR LM Rotary switch € ZEME—I1 1D
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. Line interface: [=1 &% il

. HEzEE: PUME RI-11 v

- Return loss: 20 dB min (300 to 3300 Hz at 600 Ohms impedance)

. R EEHIR: International Caller ID capability via on-hook audio path (DTMF & FSK)

Audio FASEEEA

. Audio I/O #8H: 3.5mm audio in & out jacks
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MEGAsys-Series

FEan /A

VP-8LV/4LV
Modem Control Card

H B8 25 4 1 (Automatic gain control)
- 55 Bl programmable (nominal: -44 dBm)

- Call progress monitoring: standard and custom frequency based

2% 45 (Audio Encoding)

- IUERAH A 8KHz

- 32 Kbps OKI ADPCM

.- 64 Kbps « -law PCM

- 64 Kbps windows 8-bit PCM

FERKRI(DTMF Tone Detection)

- DTMF digits: 0t0 9, *,#, A, B,C & D

- Dynamic range: -36 dBm to -3 dBm per tone
- Tone duration: 40 ms (minimum)

- Acceptable twist: 10 dB

83595 (Tone Dialing)

. DTMF digits: 0t0 9, *,#, A, B,C & D
- Transmit level: normal at -6.0dBm (high),
- -8.0dBm (low), parameters programmable

- Frequency variation: < 1%

CONTAX IVR

- Follow TAPI Compliant

- Follow SAPI Based ASR & TTS advanced speech function
- Windows Based GUI-Call Flow Design

- IVR Portal Manager

- Media(Voice, Fax, SMS---) Interaction Application
- Data exchange with WEB Server & SQL Server
- Provide more than 50 IVR Call Flow Samples

RO HE

- Telephone network: FCC Part 68
- EMI: FCC Part 15 ; Class B
. BSMI/ &1

BRI
- AHAARSZ: -10t0 60 C

- B 01050 C (3210 122 F)
. JJ%: 10 to 80%, non-condensing
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